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Abstract: Speech recognition, which makes the voice readable and enables the computer to understand and respond to
human language, is one of the key technologies for human-computer interaction in artificial intelligence. This study
introduces the development of speech recognition, expounds the principles, concepts, and basic framework of speech
recognition, and analyzes the research hotspots and difficulties in the related field. Finally, it summarizes the speech
recognition technologies and presents an outlook on future research into this field.
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L JREFRAE (hidden Markov model, HMM) JAFEAti
MRS GE TR AL O 3, IR0 A R 2 R0 RS e P R4S B
KIBTE. Z W B2 S BSCR B 45 199042501 B 450 &
) SPHINX %4l i% £ % Ll GMM-HMM (Gaussian
mixture model-hidden Markov model) N1 -0 EZE, 2 H
LUK A AR AR E AN KETCE . ESE
B RG. GMM-HMM 45 F7E A 24 K 8] ) — B
PEE R R R, I BB SRR %S
G IR E AR A, A, SIFHESH T L
HMM AFEAE )18 3% R 5 T B AL HTK (hidden Markov
model toolkit)!”). 21 tH40 % 4 J& 15 R M 156 3 BBt
X — B B OE S R A LR R B ) R b, 1558
e 220 [0 26 oF A 28 A A 2R RO B s 1 A B B D, AR T
KERUE. 2009 4F Mohamed 2507 $72 W VR B B 45 0 2%
(deep belief network, DBN) 5 HMM HH 45 & 75 27 45
R N A i 5 S AT 2012 SRR
R4 15 HMM IS £ 0175 2808 DNN-HMM 7E
KA &S5 % 1R 3 (large vocabulary continuous
speech recognition, LVCSR) H LR R Zh™), i 1) FH i
2 S AT VB R IR . S, DA AR 48 I 4%
(convolutional neural network, CNN). /¥ £ kX 2%
(recurrent neural network, RNN) £ 5 LW 4% Ay L itk ()
VR B TRl 2R G R i 31 0 TR0 R G R IR T ANE (1R
S5 RS Fa e . 124 N1k, DUAHZE I 2% R BE it 1)1
BRI R G IH 2 [ N Ah 5 T 7T RO

PN 1 1 R 0 R T [ 2K <863 Tl A
“973 TR, FRHEE A A SRR ST BT AR TSR AR 220

SEHLR I 1 B K DOE IR B AR, 404 v SCE & IR 5

ROZEIEE] T EHBRAKHE. 2015 FiGHLREEN 75—
AN TR 4 S 25 B0 P2 THCHS-308) . 2016 4F 13t
IR H R ERG AR S (very deep convolutional
neural networks, VDC&N)M BE T EIEE R e
e, HFAEULEER b — D3R N T AR B B 22 P 4%
(very deep convolutional residual network, VDCRN)\.
BT 2014 4E. 2016 £ KHEH T DeepSpeech!™ J
H SOt A, JRLE 2017 442 H Cold Fusion™ A T
SRS 5 5 BT IE S R, 2 R 5 LA LSTM-
CTC (long short-term memory-connectionist temporal
classification) )3 1]y A5 284 Ay BLAith, 75 AN [] 1) e 7
Bi R SEIL T S AN A 15 R . 2018 FERERCH
KR IR A R BRI A N 24 (deep full-sequence
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convolution neural networks, DFCNN)!""! B $225%HE 3515
TR AT B, AR AR IR B S IR R R ik AT
W HRER, 15 7 RGHRZCR. [F4E, BT 2 e
L HA G od 2R 28 B2 R 4518 12 M % (lower frame rate-
deep feed forward sequential memory networks, LFR-
DFSMN)!"2) H % i 5750 DFSMN HVEARSS &, 18
R FEK T 20%, AL B AR T 1T 3 £5.
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2.1 EBFIRIER
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VE I 5, 45T — S v U P 5 2R G Y
7, I A TR 45

Ve — BT (5 5 o AT 4R IS A 1 1 51
K X=[xy, X, 0, x], FoH x; & MRHIE A &, =1, 2, -,
N, N oA [ 0% . % 2 6 S0 S0 2 91
9 W=[w1, W, -+, wagl, e w, AFEALL R BT, 0
oW T, =1, 2, e, M, MO SCARFE B4
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ocargrnv{a}xP(X|W)P(W) (1)

W* =argmax P(W|X) = argmax
W i

F X (1) BT, B4R B 5 AT BE B SCAR T A1 0 204
MEE P(XIW) R P(W) BI3RFRER, Horb POX\W) 5k
PERESR, i S RO SE  P(W) 5, il S
Y. P ARG 5 B AHE &5 5 1R ok
1, 1325 & R R BR A

MAE U 2R G R R P, — 8 58 BE IR 5 iR
MRGOFETRACTE . FRAESRE. PR, 35 5 B

DU A i, A Mo R B IE 1 s, Hodr

S PR TR . S A S RS e 2.0
A o 4 3 " -

EHAIE [ SRR SCASUR
v v
A 5 BRI
v v
dae | TR Rt | | o
Hig s e e e

BT BRI RS
PO BEALFE TP RAE S BB, TN
I s SR SRR AR Heh, S S RS S
Her A5 AR 515 5 70 BUE IS 5 7R TR A B A A

fir. REERPFANIEERE SR RES, HAANZ |

R, AN 5y 43 s AH H G 2 R I [R]JE ) (BN 10—
30 ms) P HURFPERE AR AR, B I SR b, T LA R
I3 BT HAFIES 3L "B

18 2 e 2 HEE VI 507 5 S R R 2 B
MR R 7 M AR R A AL R A%, Rl v] Be i 1A 7 9. 164t
IVE B N MRS ST AR IR BOIR S FE 28 (weighted
finite state transducer, WFST) FTHJ il [ ah 245 M 2% 1, K
HMMOIRES | il SRS RS 25 Gk k. H Al 21 i B Y
HR BRI 2 595N Beam Search 4.
22,1 HHEFEE

B, AT E SRR, T ERIEE S S 5K
TE AR IR R 75 SRR AE. SRR AR SR O 1% R X J5 22185
PN RGP O, MR ERE —EME

VeI X 2. B AT & U R G B 75 R
M IR AR AR Z 80 (Mel-frequency cepstrum coefficient,
MFCC). RAIZME TN % %L (perceptual linear predic-
tive cepstrum coefficient, PLP). £ T4 2% (linear
prediction cepstral coefficient, LPCC). #/RUEN 2841 R
40 (Mel filter bank, Fbank) 2.
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P i 2 RIS A AT R R

\GMM-HMM 2 5 985 L[ — o 7 2 Y
P MM X B 180 P 91 () ZE A R 7, 3 385 35 117 A
— NI PR BB —AMERF R LAk, HMM
F 2 DR 25 R0 0 BRI R AR T, T LA i
AR e A Hh R K 1) R 2 2 R 4
A HMM #5385 K 5] 3 S50 JIHIRSHER . IRE#
T M0 2 T RE 28, L b 00 0468 2 Ak T 45 4 o £
WSR2, SR B R A B GMM 4T 24

GMM-HMM 75 24485 70 76 15 3% Y4 1) 4 e A 1R 22 2
(oA, g T 8 ELIX 433 VI 25, I 2 AR
SHECBL. SRTTTIZ AR Fh 1) GMM 2SI 545 8, R
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TREES ST S A At ot %
TR A £ M 4% (deep neural network, DNN) 1%
GMM fiitt HMM N4, /5% 7 DNN-HMM i
HIRM R, K4t 3 i, DNN-HMM R H
DNN [ REAN 1 SR Al T 45 78 75 SRR IE I 26
HMM FAMRZS [ J5 50 2. DNN 8L 1 Il 2R B oK
B APASE IR 28 1 B R TIZR, FIH JC b B 2T
BRI 52 IR IR %% 2 ML (restricted Boltzmann machine,
RBM) , RBM 5% 132 2 I 2k 4 8 R = ELAE K
%% (deep belief networks, DBN); 55 2 2 & [X 43 14 A %,
7t DBN i 5 — 2 LI —)Z Softmax/Z, ¥ H H
T #4614k DNN BB 25, AR 5 A FH e im0 i,
PR AE 8 0 22 WX 28 1 52 ) /L (00 BP B0 %

DNN FIHH S50 4 T GMM-HMM, DNN-HMM H
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NSO BERE 3 LA S R A T AT A Rk, B
i) L, Oxh b T SCAR SR RE 0 S 5 AR 4 A A 2 A 2%
RNNU RIS A4 45 CNNUY 3 5] N8 22 s . 78
RINN /9 2% S5 K4 v, 24 i IR 220 60 AR A2 5 24 T
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MECAYIN A ), T 2R A0 N R gl N1 ML, 43 28
AL 3 B inFE e K B 22 (long short-term memory,
LSTM) %%, LSTM-RNN %HE¥ 1 - F 305 2R
R, WO FER RS G A 5T, XA
Bk [16] HH AT ZHIESE. CNN LA TE TR A 1
FALEE A, XF R SCE BA EABLRE ), XS B &
et IF AT RAs /b o SR I RE M2 2% (time delay
neural network, TDNN) & CNN X K i)V &% 45 %
LA R ™. CLDNN (CNN-DSTM-DNN) £5 47
TEH MM, KRG OEN TEH N EE T
Erpzt ¢ S0 e T

AT 75, 4 R T L e 7 2 B T
ATy B 7E o 22 I 4%, e 3of A [R) B G P 32 40 s kvt b
IR 2 B 2% 8 K R AT A A st U R
R BRI R AR,
223 iBFMHA

T F A R TN A (D) 7 07 AR R,
F W — N E TP AR TSN IE B A, R A e
2 (1) B PO L5810 S R n-gram™™ 2
— P 5L A 5 Ey R B R MO M R R B, BN R
— AN B AN S R A SR ) n—1 > IR
A XK, HAXKREWTF:

m
PW) =] [ Povitwi,wa, - i)
i=1

m
o [ | POviwinsr,-+ wicn) b)
i=1
PWilWi—ns1,Wicpt2, -+, Wiz1) =
count(Wi—n+1, Wicn42," "+ s Wic1, Wi) 3)
count(Wi—p+1,Wi—n+2,** »Wi-1)

SR, EH T YN SRRk A fE Bl 1] 44 FH A
AR WA 2R, A AT e 2 Y I ZREE R
L R BT R SR AE M R TP B, X T 5
n-gram if 5 A THE H MR N E, X B O FR
N 35 1A] (out-of-vocabulary, OOV) [al #l. A 2% fift
XA 1] 8, 38 0 R — eI R, o LT A B
Discounting. Interpolation I Backing-off 4¢. n-gram &
R T HSE 5 2, vl R ttag, Heea
TR n-1 AR AE B, BRE A MRAD I A (H e
DA 2 4 250 5 HE (1) 0] R, 16 A1 n-gram R 8192 40 RE 77 55,
HH B OOV [H L, §R Z I

B8 & R B 2 ST R F, 18 B R B IR ST T 4R 5
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NIRFEMZE 2. I n-gram BRI AT DL H 24 817 03] 22
B AR T FT O S B, TR AR & A FH A 2R 4 22 P 2%
BEATE . Bengio 284 10 28 WA 2% ] T-18 5 AR ™) |
P H A = S, BB s E AR B R &, R
T2 [ 4% 2 TR 3R] R RO R 2R 5 LR 1 A 22
] R 20 3R 0% 2 X PR AR i s [ AR A S B B0, L
H—E HNZALRE T, B8 5 I g o 5 7 i i o 1Y)
i @, AH N B PR B A5 B IR T 05K, il — D
Pl 7, RNN 115 5 A 2 4 RNNLM Ry
EREM e RS E 2 E N SCE R, ik BN 2
82 EARARAZ SURG RN SRR, {575 W0 44 R R AT R 2k
L B ARE 5 781 5 R SR 3A 2 18 1 AR TR R AR
E T 4 5 1 1) 4% 455 A R ER 23 H0T DAA AT B K P 0 1

S AE R, BB P 028 0 4% FO AT 2 21 6 0, BROGREFE

B T R (R R 26 1
35, AT 57 7 AR Al LS P A 7

5 25 B0 M A R PR R (perplexity,
PPL) HEAT ST PPL 5 SN B0 HE% S LA 49 4 1
a8, FA R U T

P(WilWi—nt1,Wicns2,° -+, Wiz1)
_count(Wi—p41,Win+2," " Wi-1,W;) @
count(Wi—p+1,Wint2,** s Wi-1)

PPL /N R RAE 45 5 I S B IR — AT A (1
MR ey, AR (R R R
2.3 iwmEIRIEF IR

PG (38 5 AR 0 R 22 ML, AR A 2,
EEADTHEEENGRRA B, B ERE R,

AR TR B AR AR A — € R 2 R AR, B XIE

ANl @, ZEE AR T B 0 1E R R G, BN
3 (1) IR POWIX) HEAT MR, e N T 5 Dk
o (BURHE R B 7 50) ELRER e pli il . 2/ 7 41, i
S IR0 2 RSV U . VR, R
B RN 2 — A R4, did I SR BRI R 4 B F7,
A iR 3 (word error rate, WER). “F4i1% % (char-
acter error rate, CER), i KM it 7 8/ Nt #2. H
T i 38 3wy R 95 R 0 Ok 3 A TR R
(connectionist temporal classification, CTC)™ A3 F3E
B SIHLH (attention model)™® Py T ik J ek ik Uy k.
CTC 5| A= FAFF 5 (blank) fift YLt N H P 1A
SR I @, 2 JEARL R B KA A AT RE X N ) 31
WEZR 2N, TG 5 75 R 5 UM 2755 0 55 R &R, I il 22

S N LT DA 26, CTC S — i A s 4,
55 LSTM BE& . 56T CTC IR 25 b 3, 773
e, (L% 3 ) ORIV 25 B e e e o, L7
BE (MO ST PEAR 5. RNN-Transducer 8P 2% CTC
) — i, 0N — N 2 BTN %, 3 CTC
90 246 588 3ot — 22 4 ¥ 492 2 1 T 0 1, KRR o T
CTC 44 Hh 75 2 e S (BB 1 B, A% % o0
LRI S 5 R G AT £ L BB, AT R 2
o AR R R 2. ¢

ST 25 1AL [0 35 05 R R i P L 8
BV, RE05 [ 20 L BUWI R = 10 AR ) K B 27 3 2
D 4 R TR e T G D P 5 e 2
IO 4 4L . T B0 245 44 5 B P 90 2836 0 2
2 100 2% W S5 P 1 A I 91, 9 2 0 P2 43 B LR
0, SRR P26 10 3 0 1L TN PO 2 40 A A TR S 7
SR T KL, 0T P 2 A I S e, R
9% 51 S0 A TR, T DAL E SR B 0 R L
2016 SE AR H T — Listen-Attend-Spell (LAS) #
RICY) A HE R P 4 TR, LAS BB 20 SEBl 7 3
U3, A LR A U G, TR ST b i SR
LAS F 70 75 35 56 B AN\ 5 510 2 i AT 0, R 5
R, 2 5 A 2 2 2 R TR R B e 21,

Yia
Decoder

{e
Attention

Fim

Encoder

i

X

K4 LAS BIAHESA

Il o 380 3 1 15 5 R0 R ST A2 1 R ) AU
FIRIF 7T, 35T CTCP* Y attention LI DL K
HEGRGDT HEAS T A E AR BCR. Hoh
Transformer-Transducer 5 % % RNN-T #74 ef
RNN & # /4y Transformer $2 F+ 7 iF HACE, il 45 Hi
attention FRHR I SCHSTE] Fr 0 58 B, 5 2 TR AUE R
75 R, 2020 EHHE H ) ContextNet FEH1EY 5
Squeeze-and-Excitation ARHUIRHX 4> J7 {5 5, e it ik
e SR AR AR 20 A48 JCAEE ik /NS Y 2 ORI DR R TR AE B 20
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Z [V EUAS~F-1r . #E Transformer 15 A HE 4 BR 2558 HLIH
Bl EAINT CNN FEK 1 5 5 BUREES 2] Conformer
AR S DL /D (1 2 $0A B T A (RS RE . SEBR b i
B B S IR RRIER Z s IR O A
FEGEEE R 1R S R G, (H B L T8 M A5 2 T3z vl v
A — B 2Lk

3 T E UM RS B
EH RN ANZ LR B EAR — BR RN
PV I e L. AT, 15 5 O BOR B 1S 1 7T 2]
7 B E RS CLAS TR 2 B RCR, SR, AR SGHT 7T &
JS2 P v AT PR T AR A e, AR AT LR LT T :
Bt R H AT, BARSRAE T (R ik

) MRS IR R O AL 3 — e R AR, 48 55

B B 57 T TR 0 7 A M S el 5
L IR, 7 TR AR (S TR AR 2,
MG AR S5 T AR KR TR, 6 ed 52 2R B
9 48 5 2 O 45 R 0 TR O S £
. AT, B SR T 0 7 LT LKA A
3 4 AT (1) 70V TR BRI, RS B Ab
R 15 R B R 22 5 P ) R R S8 0 75 9
55, ARG AU G, AR, AR B
SR SR B 15 SRR I, ST [44]
TEHE TR B 52 2] 1) 1 IE L7 2 [B] 75 JH % (acoustic echo
cancellation, AEC) I T 1 St Oy EREER L R 8 2
FRBEAAEA, DU B 3 (5 50 s SCIR [45] DARRETR
SFOAPHE Rt T 45 2 AT 4 D £ JEL 0 B 43 B 70k

SCHR [46] A PASE T A iU BT 4% (generative. |

adversial networks, GAN) S 3 fili HE 42 (1) 384 5 X 26 £ 4T
W S S, AT i AR RS (5 5 PR (2) FHkE
B IEREE, S AL REE BR AR B AR E & 1E T R 1,
Tﬂﬂ%@ﬁﬁ%ﬁﬁﬂiﬁ%ﬁ (Gammatone frequency cepstrum
coefficient, GFCC)™"" 250 5t BHIE S HUE E S & A
BRI, 756 NHUT R, 50, K B3
Gl as ), T AE S I S Fho 2B R (KRR A
(3) AL et 5 E R RSl KR PR
VDCNN LUK VDCRN 5@ i A0 2 5 S 1
SR, SCHR [51] A GAN A= sl 28 5 10550 48 7 AH
B R 2 R R 20 AIE AL R S AR SOk [52] SR H
teacher-student learning [ /7 20 DL F-14H5 & I 2R 10 7 2
BN N ZOM A R SR P IR E T () 2 AR (4) 2
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PASHOR T A5 2475 e 7 B B2 A 3 AT
BEBIEIT, HARES S5 A 5 0% s Ak 3k
EAR 5 U (T4 05 )W, S AR 4 3% B A 4R
S B A TR B R BV R, X K
TAE SRS B I RN B, W i %
(55159 S TR 2, AT MR THR B R G 1 b ]
41, SZAR [56] Lh RNN-T AHESE, $H SR 2 /0L
ot B SRS B AT 2, DA LI % SCRR [57)
[ & F RNN-T, {HAJH visiongtosphoneme model
(V2P) SIS L, 6 17 TR AR LA 7] (o st A
A, I T R A i PR

A 7 B W 30 2 5Bl B 5 R BT
FIGERR. INERA T 73, S 525 1 R R &,
% Sk O (E MO VORI, A DASE LA DUIE . B
JooE OV IR B GG, P TR R R 78 4 K
A2V VB VI 2575 B T R 2 10 7 S A A — il
FO A FEL B IT LARBESE o AN 9 25 0 EUR PR R
S 25 T L2 T RORETRY, 70 BT b 1 2N
AT STHR [58] AR DAL SERa TR h 22 B AR A BE Y
e 5 X — B, 4R T — AN R R B TAT
BRI, ST B 27 5T B (R R 2% 5T o % R
78 0 1] (O AR B (. AT, MR FR R %, T
Jih— 2 SR R GORE He i % BRI RISE, e
1F FFERF T4 R A R R .

VB 5 (BRI T S R0 M LR 5 101
%, R Y 77 R 1 5 ST DA R 1,
8 A, BEAE A AR BRHE 2 A — E AR
RV 15, e DU S BB L1 5 R R 40 2 1135
RO f 0 R, A DTV BT LAY N S TR
5 DS AR 52T K2, Horh 5 115 T8 5% O BETH 336 36
LT F — £, SOk [62] S0 i E 0 S B (4 A
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